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SIP Parameters
Max Forward:

Max Auth:

SIP Server Name:

DTMF Relay
MIME Type:
Remove Last
Reg:
SIP Timer Values
(sec)
SIP T1:

SIP T4:
SIP Timer F:
SIP Timer D:

INVITE Expires:
Reg Min Expires:
Reg Retry Intvl:

Response Status
Code Handling
SIT1 RSC:

SIT3 RSC:

Try Backup RSC:
RTP Parameters

RTP Port Min:

RTP Packet Size:

RTCP Tx Interval:

SDP Payload Types

NSE Dynamic
Payload:
INFOREQ
Dynamic Payload:
G726r24 Dynamic
Payload:
G729b Dynamic
Payload:
AVT Codec
Name:
G711a Codec
Name:
G726r24 Codec
Name:
G726r40 Codec
Name:
G729b Codec
Name:

NAT Support

Parameters

Handle VIA
received:
Insert VIA
received:
Substitute VIA
Addr:

STUN Enable:
STUN Server:

lav2

Firmware Version: 2.0.12(LS)
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Phone Adapter with 2 Ports for Voice-Over-IP

PAP2

Advanced View (switch to basic view)
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Line1 Line2 User1 User2
User Login
Max Redirection: |5
SIP User Agent
Name: ISVERSION
SIP Accept I
Language:
Hook Flash MIME — ~
Type: |appI|cat|on/hook-fIc
Use Compact no
Header:
SIP T2: 4
SIP Timer B: 32
SIP Timer H: 32
SIP Timer J: 32
ReINVITE
Expires: IBO

Reg Max Expires: 7200
Reg Retry Long

Intvl: |1 200
SIT2 RSC:

SIT4 RSC:

Retry Reg RSC:

RTP Port Max:  |16482
Max RTP ICMP IO

Err:

AVT Dynamic

Payload: |1 01
G726r16 Dynamic
Payload: |98
G726r40 Dynamic |96
Payload:

NSE Codec

Name: INSE
G711u Codec

Name: IPCMU
726116 Codec  |5726-16
726132 Codec  [G726-32
G cosee  [e7ase
G723 Codec

Name: IG723

Handle VIA rport:  no

Insert VIA rport: no
Send Resp To Src n

Port: 0
STUN Test

Enable: no
EXT IP:
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